
VoIP no longer needs to be expensive, but 

rather is a very cost-effective full replace-

ment for traditional PSTN / ISDN systems. 

  

Support for up to 300 Extensions and 50 

concurrent phone calls offers near limitless 

capabilities! 

 

The CV IP-300 VoIP PBX System works 

with a variety of handsets & softphones, 

from Cisco to Snom, Aastra to ZoIPer. 

 

For the absolute best in system reliability, 

we can include solid state drives, and a 

completely fan-less motherboard system 

The CV IP-300 is a fully-managed VoIP PBX System that 

delivers outstanding performance and reliability within a 

realistic and competitive price range.  We look after your 

system on an ongoing basis, right from the time we drop it 

off, to ensure stability, reliability, and peace of mind you can 

trust. 

 

Utilizing SIP calling from a variety of providers, and full 

support for least-cost-routing (LCR), businesses see a 

dramatic reduction both in the base line-rental charges as 

well as per-minute phone call costs. 

 

Designed with flexibility in-mind, the CV IP-300 supports a 

wide variety of connectivity methods, such as ISDN, PSTN, 

and even cellular integration, providing you with a variety of 

ways to both stay in touch with staff and customers, while 

also reducing the cost of doing-so. 

Built on proven standards, the CV IP-300 VoIP 

PBX System uses Asterisk for its foundation, the 

worlds most powerful and popular telephony tool-

kit. The CV IP-300 is also  primarily designed 

around the latest and highly successful Dual-Core 

Intel Atom processor, for higher performance with 

lower power consumption. 

We can customize a solution tailored to your busi-

ness, with additional build-options around RAID, 

backups, PSTN / ISDN connectivity, cellular net-

work integration, as well as processor upgrades to 

quad-core, we can make the CV IP-300 work for 

your business, today! 

W ha t  i s  Vo IP?  

VoIP stands for Voice over IP, 

which essentially means your 

phone calls are placed over the 

internet instead of over traditional 

wire. Primary reasons for using 

VoIP are unmatched flexibility 

and cost-savings. 

 

V o IP  t o  an y th i ng  

Gone are the days where both 

parties had to have the same 

VoIP system. In fact, thereôs a 

good chance that people will not 

even know youôve  made the 

switch. 

 

Fa l l ba ck  op t i on s  

Ensure your business stays up, 

even if your internet goes down. 

With a choice of Fallback options 

including PSTN / ISDN built into 

the box, or an instant redirection 

from your telco, your business 

will always be contactable. 
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We understand that phone systems are usually at the core, or 

heart of a business. Everything revolves around having reli-

able phone communications that ñjust workò. Not only that, but 

you want the best in cost-savings, as well as the latest in 

feature-sets, including new abilities as they become available. 

This is why you want the CV IP-300 VoIP PBX System! 

Remote system-upgrades, least-cost routing through SIP, or 

even through ñBest friendò and ñZero-cost zoneò type cellular 

services, all based on the world renowned rock-solid founda-

tion of Asterisk, gives you more than enough reason to use 

the CV IP-300. But the magic doesnôt stop there! We also 

have 24/7 System Monitoring and a variety of fallback options 

available for the ultimate in peace-of-mind.  

R e mo te ly  M an a g ed  

So often the TCO can escalate 

when a tech is always coming on

-site to support their system. 

With the CV IP-300, almost eve-

rything can be done remotely. 

 

2 4 /7  S ys tem  M o n i t o r in g  

Worried that something may go 

ñbumpò in the night? With 24/7 

System monitoring options avail-

able, you can rest assured weôll 

know about a problem and be 

working on a fix before you even 

know itôs happening. 

 

TAPI  P lug ins  

Looking for ñclick-to-dialò from 

Outlook? Or simply to tie in with 

another software product? We 

can provide a TAPI interface for 

your application to use, opening 

up a world of possibilities for 

integration with your PC. 

No fixed limit to Voicemail accounts 

Voicemail-to-Email 

Unlimited IVR Menus / Automated Attendants 

Ring Groups (Hunt Groups) 

Least Cost Routing 

Time-based conditions, such as After-hours routing 

Caller ID and reverse Whitepages look-ups 

Remote / Out-of-Office Extensions 

DND / Do-Not-Disturb 

Call Holding / Parking lots 

Call Forwarding & 3-way calling 

Dedicated conference ñroomsò 

Web-based Operator Panel 

Multi-site linking between PBXôs 

Softphone / iPhone support 

Video-calling capabilities (Phone dependant) 

Staff directory / Phonebook 

Hotel Room Management system 

Why the CV IP-300? Why VoIP? 

Popular features 

With the up-front cost no longer a barrier to the amazing world of VoIP, thereôs no reason why you wouldnôt 

want the increased functionality, as well as the ongoing savings that VoIP can offer. Whether youôre a 1-man 

band or a 500 staff empire, we can help tailor the solution thatôs right for your business, today! Call us now on 

+64-9-280-4920, or visit us on the web at www.c2s.co.nz 

Flexible 

Reliable 

Functional 

Affordable 
 

W ha t  mo re  c o u l d  y o u  n e ed ?  
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A completely Virtual PBX System, no 

physical hardware except your Phones 

  

Ideal for multi-site installations where 

bandwidth constrains would normally be 

placed on a single location 

 

No cost to buy the PBX server up-front, 

just installation & configuration of your 

lines & phones 

 

A monthly ñRentalò for the service, instead 

of an up-front sale. 

The CV IP-Zero is a fully-managed Virtual VoIP PBX, for a 

solution that requires less up-front investment in physical 

Hardware. The CV IP-Zero is more suited to larger multi-

site deployments where broadband connectivity may not 

be suited for the volume of calling. 

 

Stored in a secure data center, with redundant power 

sources and multiple internet connectivity routes, weôve 

taken every precaution to ensure that under every possible 

circumstance, your PBX System remains accessible. 

 

The CV IP-Zero is a purely VoIP Solution, supporting SIP 

or IAX2, but includes the ability to redirect to any land or 

cellular line both at the PBX or at the SIP service-provider 

level. 

Built on proven standards, the CV IP-Zero VoIP 

PBX uses Asterisk for its foundation, the worlds 

most powerful and popular telephony tool-kit. 

The CV IP-Zero is built with redundancy in-

mind, from redundant power sources, internet 

connections, and a backup system that means 

should you wish to switch to an CV IP-300 sys-

tem at any time, you can do-so with ease. 

 

Talk with us today about how we can make the 

CV IP-Zero work for your business, reducing 

costs both up-front and on a monthly basis. 

A  V i r t u a l  PBX ?  

CV IP-Zero stands for a Virtual 

PBX with Zero limits. Virtual, 

because we donôt physically 

install one at your premise. In-

stead, it sits securely tucked 

away in a Datacenter. Itôs the CV 

IP-300 on a cluster computing 

solution. 

 

N o  n ee d  t o  b uy  u p - f ro n t  

Because youôre not buying a 

physical server, you donôt have 

to pay for a physical server. The 

cost is included as part of the 

monthly Maintenance, Support & 

Rental. 

 

C l o ud  C om pu t i ng  

You can call it anything you like, 

from Cloud Computing to Virtual 

Servers. Just know that you donôt 

have to worry about a box sitting 

in your Office, itôs all ñout there in 

the cloudò, and weôre taking care 

of your business. 
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Restrictions on calling destinations 

  

DDIôs can go either to a room or to a 

lobby / reception 

 

Reporting right down to the second 

 

Set your own per-minute rates for both 

local, national & international destinations 

 

Multiple Wake-Up Calls per-room 

If youôre looking at running a multi-suite Hotel, to a small 1-

room Motel, the CV-IP300 is the system for you! 

Suitable for environments where calling restrictions are 

essential, from a fine-grained control on one phone, to a 

blanket restriction, then weôve got you covered. 

 

Rest Homes and Apartments can now offer rooms the 

ability to have their own line at a fraction of the cost. With 

the easy addition and removal of SIP lines, you no longer 

have to worry about paying for future charges if your 

rooms are un-tenanted. Now all you have to worry about is 

how much profit you want to make per-call, or if youôd like 

to pass on the rates at-cost. The choice is yours! 

With all the popular features like Check-In / 

Check-Out, Per-second call reporting & billing, 

multiple Wake-Up Calls per-room, and flexible 

call charges & rate-setting by destination, 

thereôs everything youôll need to run a Hotel, 

Motel, Rest Home or Apartment right out of the 

box. 

 

No longer do you have to spend thousands  on 

extra software making your phone system work 

for your business, it works for you. 

M u l t i - t e n an t?  

Yes, run more than one business 

from your PBX System. Calls can 

come in through a unique DDI 

and be automatically sent off to 

the right location, depending on 

the number that the caller has 

dialed. One business could go 

straight to a Call Queue, another 

to an IVR Menu, another DDI 

straight to the Manager. The 

scenario is the same for Apart-

ments, with DDIôs going direct to 

each apartment room. 

 

P e r fec t  f o r  H o te ls  /  M o te l s  

With Check-In / Check-Out of 

phones, restrictions, redirections 

when checked out, per-second 

reporting and more, this is the 

ideal system for any Hotel or 

Motel! 

Hotels, Rest Homes & Apartments 

Comprehensive Computer Solutions 
14b Noall Street 
Te Atatu Peninsula 
Auckland 0610 
 
 
www.c2s.co.nz 
+64-9-2804920 



Calling rates:  

Area-Local: Free -> 3c 

NZ National: Free -> 3c 

NZ Cellular: 25c 

Australia: Free -> 3c 

USA: Free -> 3c 

Canada: Free -> 3c 

United Kingdom: Free -> 3c 

 

Line costs:  

Local DDI: $7 

 

Line Plans:  

Cost: $80/month 

Includes 2 Local NZ Numbers 

5 Simultaneous inbound & outbound calls 

While it may not be your main focus for SIP calling, or for 

using a VoIP PBX, thereôs no denying the potential for cost

-savings is very attractive. 

 

Often times once youôve paid for the base-rental amount, 

calls are then free to a large amount of destinations, in 

some cases depending on your plan, you can have free 

calling to 40 different countries. Where calls do cost, itôs 

usually only 3c per-minute. No matter which way you look 

at it, thatôs a very attractive price! 

Whether youôre making just a small amount of 

calls, or run a small call center, SIP Calling 

offers a great variety of benefits, from included 

Caller ID to Cost-Savings. The best part is you 

donôt have to get rid of your existing phone 

lines, and can simply use SIP for your outgo-

ing calls to save on per-minute charges. The 

choice is yours. 

 

Speak with us today to see how SIP calling 

can make a difference for the better in your 

business. 

W ha t  i s  S IP  c a l l i n g ?  

SIP calling is one of the main 

ways of making VoIP calls over 

the Internet. Utilizing just your 

internet connection instead of 

multiple physical lines is one of 

the main ways you save money. 

 

M u l t i p le  p rov id e rs  

Did you know you donôt just have 

to settle with one provider? If you 

can get better cellular rates at 

once place, and  international at 

another, then we think you 

should have the best of both 

worlds. LCR (Least-cost-routing) 

ensures that you do, from both 

local and international providers. 

 

R e d i rec t io ns  

Most SIP providers will let you do 

a redirection at the ñproviderò 

level, so that in the event you 

want to pick up your box and 

shift offices, you can redirect to a 

temporary number while this 

happens and never miss a call! 
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L o w  on  p r i c e ,  no t  re l ia b i l i t y  

The Cisco CP-7906G is a low-cost 

phone, but assembled with the 

finest craftsmanship as you would 

expect from Cisco. The Cisco CP-

7906G is a rock-solid device that 

works just as hard as you do. 

 

N o  ex t ra  f l u f f  

When you want a phone that you 

can just pick up and use, without 

worrying about Staff Training, this 

is the phone for you. All of the 

essential features right at your 

fingertips, and nothing extra that 

you wonôt need. 
IEEE 803.af PoE (Class 2) 

192 x 64 LCD screen (Monochrome) 

Cisco Inline power 

4 dynamic soft-keys 

Lighted Message Waiting Indicator (MWI) 

24 User adjustable ringtones 

G.711a, G.711ɛ 

G.729a, G.729ab & iLBC codecs 

1-way Speakerphone (Listen only) 

Internal call-logs 

 

Cisco CP-7906G 

Features 

The Cisco® Unified IP Phone 7906G fills the com-

munication needs of cubicle, retail, classroom, or 

manufacturing workers or anyone who conducts 

low to moderate telephone traffic. 

Four dynamic soft keys guide users through core 

business features and functions, while a pixel-

based display combines intuitive features and 

calling information into a rich user experience. 

The Cisco Unified IP Phone 7906G offers numer-

ous important security features plus the choice of 

IEEE 802.3af Power over Ethernet (PoE), Cisco 

inline power, or local power through an optional 

power adaptor. 
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Th e  o n l y  c on fe re nc e  

p h o ne  yo u  w i l l  e ve r  w a n t  

The Polycom SoundStation 

IP7000 is quite possibly the 

nicest conference phone on the 

planet. 7 Meters pickup range is 

enough for most boardrooms, 

and this phone truly delivers on 

performance. A word of warning, 

once youôve used an IP7000, 

youôll never want to use any 

other conference phone again 

Integrated Power over Ethernet (PoE) 

Polycom HD Voice technology for high-fidelity calls 

at up to 22 kHz 

7 meter microphone pickup range, 

Optional expansion microphones 

Resists interference from mobile phones 

Large high-resolution display 

Polycom SoundStation IP7000 

Features 

The SoundStation IP 7000 is a breakthrough 

conference phone that delivers outstanding per-

formance and a robust feature set for SIP-based 

VoIP platforms. It is the most advanced confer-

ence phone ever developed, and is ideal for 

executive offces, conference rooms, and board 

rooms. 

The SoundStation IP 7000 features Polycom HD 

Voice technology, boosting productivity and 

reducing listener fatigue by turning ordinary con-

ference calls into crystal-clear interactive conver-

sations. It delivers high-fidelity audio from 160 Hz 

to 22 kHz, capturing both the deeper lows and 

higher frequencies of the human voice for confer-

ence calls that sound as natural as being there. 
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